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evaluations are conducted to show the effictiveness of the proposed method.
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Fig.1 Setting position and structure of NAM microphone.
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Fig.2 Example of waveform and spectrogram of NAM signal.
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Fig.3 Example of waveform and spectrogram of NAM signal when the speaker moves during speaking.
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Fig.4 Example of waveform and spectrogram of stereo NAM signal (top: the 1st channel, bottom: the 2nd channel).
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Fig.5 Example of waveform and spectrogram of stereo noise signal caused by speaker's movement (top: the 1st channel,

bottom: the 2nd channel).
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